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Oriental COCOSDA 2011 Call for Papers

The oriental chapter of COCOSDA (The
International Committee for the Co-ordination
and Standardization of Speech Databases and
Assessment Techniques) is pleased to announce
that the 14th Oriental COCOSDA Conference
will be held on Oct. 26-28, in Hsinchu, Taiwan
hosted by the National Chiao Tung University,
Taiwan. Oriental COCOSDA is an international
conference held annually by the oriental chapter
of COCOSDA. The first preparatory meeting was
held in Hong Kong in 1997 and then the past
thirteen workshops were held in Japan, Taiwan,
China, Thailand, Singapore, India,
Indonesia, Malaysia, Vietnam, Japan, China and
Nepal.

Oriental COCOSDA conference in Taiwan will
help in boosting the research and development in
the field of Speech Technology and will help in

Korea,

enthusing the interest towards Speech Technology
in East and Southeast Asia.

Important Dates
Full Paper Submission
Notification of Acceptance

July, 1,2011
Aug. 5,2011
Aug. 26,2011
Oct. 26-28, 2011

Final Manuscript
Conference

Conference Website
http://ococosda2011.cm.nctu.edu.tw/
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The 23rd Conference on Computational Linguistics and Speech Processing
National Taipei University of Technology, Taipei. September 8-9, 2011

The 2374 Conference on Computational Linguistics and Speech Processing

http://sites.google.com/site/rocling2011/

Call for Papers

The 23'd ROCLING Conference will be held at %[ 4] B
National Taipei University of Technology, Taipei, on September 8-9, 2011

Sponsored by Association for Computational Linguistics and Chinese Language Processing (ACLCLP), ROCLING
is the most historied and major conference in the broad field of computational linguistics, speech processing, and
related areas in Taiwan. ROCLING XXIII will be hosted by the Department of Electronic Engineering, National
Taipei University of Technology. The two-day conference will feature invited talks, paper, and poster sessions.
ROCLING XXIII invites submissions of original and unpublished research papers on all areas of computational
linguistics, natural language processing, and speech processing, including, but not limited to, the following topic areas.

Topics of Interest:

cognitive/psychological linguistics
discourse/dialogue modeling

information extraction/text mining
information retrieval

language understanding/generation
lexicon/morphology

machine translation/multilingual processing
named entity recognition

NLP applications/tools/resources

phonetics/phonology

e s R e e e R e

question answering

Important Dates:

Preliminary paper submission deadline:
Notification of acceptance:
Camera-ready due:

Conference date:

Submission Guidelines:

2 I L e T [

July 2, 2011

August 6, 2011
August 15, 2011
September 8-9, 2011

semantic web
semantics/pragmatics

speech analysis/synthesis
speech recognition/understanding
spoken dialog systems

spoken language processing
syntax/parsing

text/speech summarization

web knowledge discovery

word segmentation/POS tagging
others

Prospective authors are invited to submit full papers of no more than 15 A4-sized pages, single-spaced, in PDF
format. Papers will be accepted only by electronic submission through the conference website. The submitted
papers should be written in either Chinese or English, and in single column, single-spaced format. The first page of
the submitted paper should bear the items of paper title, author name, affiliation, and email address. All these items
should be properly centered on the top, followed by a concise abstract of the paper. Papers should be made in PDF
format and submitted on-line at https://www.easychair.org/account/signin.cgi?conf=rocling2011

Contact:

For any submission and publication problems, please contact Prof. Wei-Ho Tsai, whtsai@ntut.edu.tw
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